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ADSL Compliant: ANSI T1.413 issue 2, ITU G.dmt (G.992.1), ITU G.lite (G.992.2) ADSL over POTS (Annex A) or 
ADSL over ISDN (Annex B/UR2), G.994.1 (G.hs, Multimode), Maximum downstream rate up to 8 Mbps, Maximum 
upstream rate up to 1 Mbps 
 
ATM Protocols and Encapsulations: Up to 8 PVCs (Permanent Virtual Circuit), ATM supports AAL5, UBR & 
CBR,RFC 2516 (PPP over Ethernet), RFC 2364 (PPP over ATM), RFC 1577 (Classical IP over ATM) (F4 on all 
VPIs, F5 on VPI 0 only) VPI (0-255), VCI (0-65535 
 
Bridging/Routing: Ethernet to ADSL self-learning Transparent Bridging (IEEE 802.1D), Supports up to 128 MAC 
learning address, IP routing-RIPv2 (backward compatible with RIPv1), Static routing DHCP Server and Client, 
NAPT, NAT, ICMP, IGMP 
 
 
Security and HTTP Web-based Management: PAP, CHAP, User authentication for PPP, Configuration of 
NAT/NAPT WAN and LAN connection statistics, Configuration of VCs (Virtual Circuits), DNS Proxy DMZ support, 
MAC Filtering, ALG supports MSN Messenger 4.x, H.323 (MS NetMeeting), IPSec, PPTP VPN pass-through, 
L2TP VPN pass through, HTTPS, HTTP, FTP, ICMP, SMTP, POP3, NNTP, Telnet, Age of Empires 2, StartCraft 
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